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(54) Method and apparatus for word counting in continuous speech recognition useful for 
reliable barge-in and early end of speech detection 



(57) Speech recognition technology has attained 
maturity such that the most Hkefy speech recognition re- 
sult has been reached and is available before an energy 
based termination of speech has been made. The 
present invention innovatively uses the rapidly available 



speech recognition results to provide intelligent barge- 
in for voice-response systems and, to count words to 
output sub-sequences to provide paralleling and/or 
pipelining of tasks related to the entire word sequence 
to increase processing throughput. 
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Description 
Technical Field 

[0001] The invention relates to an automatic speech 
recognition method and apparatus and more particularly 
to a method and apparatus that speeds up recognition 
of connected words. 

Description of the Prior Art 

[0002] - Various automatic speech recognition meth- 
ods and systems exist and are widely known. Methods 
using dynamic programming and Hidden Markov Mod- 
els (HMMs) are known as shown in the article Frame- 
Synchronous Network Search Algorithm tor Connected 
Word Recognition by Chin-Hut Lee and Lawrence R 
Rabtoer published in the IEEE Transactions on Acous- 
tics, Speech, and Signal Processing Vol. 37, No. 11, No- 
vember 1969. The Lee-Babtner article provides a good 
overview of the state of methods and systems for auto- 
matic speech recognition of connected words in 1 989. 
[0003] An article entitled A Wave Decoder for Contin- 
uous Speech Recognition by E. Buhrke, W Chou and 
Q Zhou published in the Proceedings of ICSLP in Oc- 
tober 1996 describes a technique known as beam 
searching to improve speech recognition performance 
and hardware requirements. The Buhrke-Chou-Zhou 
article also mentions an article by D. B, Paui entitled "An 
Efficient A* Stack Decoder . / which describes best-first 
searching strategies and techniques. 
[0004] Speech recognition, as explained in the arti- 
cles mentioned above, involves searching for a best (i, 
e, highest likelihood score) sequence of words, W, -W n , 
that corresponds loan input speech utterance. The pre- 
vailing search algorithm used for speech recognition is 
the dynamic Vtterbi decoder This decoder is efficient in 
its implementation. A full search of all possible words to 
find the best word sequence corresponding to an utter- 
ance is still too large and time consuming. In order to 
address the size and time problems, beam searching 
has often been implemented. In a beam search, those 
word sequence hypotheses that are likely, that is within 
a prescribed mathematical distance from the current 
best score, are retained and extended. Unlikely hypoth- 
eses are 'pruned* or removed from the search. This 
pruning of unlikely word sequence hypotheses has the 
effect of reducing the size and time required by the 
search and permits practical implementations of speech 
recognition systems to be built. 
[0005] At the start of an utterance to be recognized, 
only those words that are valid words to start a sequence 
based on a predetermined grammar can be activated. 
At each time frame, dynamic programming using the Vi- 
terbi algorithm is performed over the active portion of 
the word network. It is worth noting that the active por- 
tion of the word network varies over time when a beam 
search strategy is used Unlikely word sequences are 



pruned away and more likely word sequences are ex- 
tended as specified in a predetermined grammar. These 
more likely word sequences are extended as specified 
in the predetermined grammar and become included in 

s the active portion of the word network. At each time 
frame the system compiles a linked list of all viable word 
sequences into respective nodes on a decoding tree. 
This decoding tree, along with its nodes, is updated for 
every time frame. Any node that is no longer active is 

10 removed and new nodes are added for newly active 
words. Thus, the decoding tree maintains viable word 
sequences that are not pruned away by operation of the 
beam search algorithm by means of the linked list. Each 
node of the decoding tree corresponds to a word and 

*s has information such as the word end time, a pointer to 
the previous word node of the word sequence and the 
cumulative score of the word sequence stored therein. 
At the end of the utterance, the word nodes with the best 
cumulative scores are traversed back through their se- 

zo quences erf pointer entries in Ihe decoding tree to obtain 
the most likely word sequence. Thie traversing back is 
commonly known in speech recognition as 'backtrack- 
ing 1 . 

[0006] A common drawback of the known methods 

2$ and systems for automatic speech recognition is the use 
of energy detectors to determine the end of a spoken 
utterance. Energy detection provides a well known tech- 
nique in the signal processing and related fields for de- 
termining the beginning and ending of an utterance. An 

30 energy detection based speech recognition method 200 
is shown in Fig. 2. Method 200 uses a background time 
framing arrangement (ncd shown) to digitize the input 
signal, such as that received upon a telephone line into 
time frames for speech processing. Time frames are an- 

35 alyzed at step 202 to determine if any frame has energy 
which could be significant enough to start speech 
processing. If a frame does not have enough energy to 
consider, step 202 is repeated with the next frame, but 
if there is enough energy to consider the content of a 

40 frame, method 200 progresses to steps 204*210 which 
are typical speech recognition steps. Next, at step 220, 
the frame<s) that started the speech recognition process 
are checked to see if both the received energy and any 
system played aural prompt occurred at the same time. 

45 if the answer is yes, a barge in condition has occurred 
and the aural prompt is discontinued at step 222 for the 
rest of the speech processing of the utterance. Next, ei- 
ther from a negative determination at step 220 or a 
prompt disable at step 222, step 224 determines if a gap 

so time without significant energy has occurred. Such a 
gap time signifies the end of the present utterance. If it 
has not occurred, that means there is more speech to 
analyze and the method returns to step 204, otherwise 
the gap time with no energy is interpreted as an end of 

ss the current utterance and backtracking is started in or- 
der to find the most likely word sequence that corre- 
sponds to the utterance. Unfortunately, this gap time 
amounts to a time delay that typically ranges from one 
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to one and a half seconds. For an individual caller this 
delay is typically not a problem, but fora telephone serv- 
ice provider one to one and a half seconds on thousands 
of calls per day, such as to automated collect placing 
services, can add up. On 6000 calls, one and one-half 
seconds amounts to two and one-half hours of delay 
while using of speech recognition systems. For heavily 
used systems this one-to one and one-half second delay 
causes the telephone service provider to buy more 
speech reconizers or lose multiple hours of billable tel- 
ephone service. Further since the backtracking to find 
the most likely word sequence does not begin until the 
end of utterance determination has been made based 
on the energy gap time, the use of partial word sequenc- 
es for parallel and/or pipelining processes is not possi- 
ble. 

Summary of the Invention 

{0007] Briefly stated, in accordance with one embod- 
iment of the invention, the foregoing problems are 
solved by providing a method having a step of determin- 
ing if a speech utterance has started, if an utterance has 
not started then obtaining next frame and re-running this 
speech utterance start determining step. If an utterance 
has started, the next step is obtaining a speech frame 
of the speech utterance that represents a frame period 
that is next ri time. Next r features are extracted from the 
speech frame which are used in speech recognition. 
The next step is performing cfynamic programming to 
build a speech recognition network followed by the step 
of performing a beam search using the speech recogni- 
tion network. The next step is updating a decoding tree 
of the speech utterance after the beam search. The next 
step is determining if a first word of the speech utteiance 
has been received and rf it has been received disabling 
any aural prompt and continuing to the next step, other- 
wise, if a first has not been determined, continuing to 
the next step. This next step is determining if N words 
have been received and if N words have not been re- 
ceived then returning to the step of obtaining the next 
frame, otherwise continuing to the next step. Since N is 
the maximum word count of the speech utterance sig- 
nifying the end of the speech utterance, this next step 
is backtracking through the beam search path having 
the greatest likelihood score to obtain a word string hav- 
ing a greatest likelihood of corresponding to the re- 
ceived speech utterance. After the string has been de- 
termined, the next step is outputting the word string. 
[0006] In accordance with another aspect of the in- 
vention, the aforementioned problems are solved by 
providing a system for speech recognition of a speech 
utterance including a means for determining if the 
speech utterance has started, a means responsive to 
said speech utterance start determining means for ob- 
taining a speech frame of th e speech utterance that rep- 
resents a frame perbd that is next in time; a means for 
extracting features from said speech frame; a means for 



building a speech recognition network using dynamic 
programming; a means for performing a beam search 
using the speech recognition network; a means for up- 
dating a decoding tree of the speech utterance after the 
^ beam search: a means for determining if a first word of 
the speech utterance has been received and rf if has 
been received disabling any aural prompt; a means for 
determining if N words have been receded to quickly 
end further speech recognition processing of the speech 
f0 utterance; a means responsive to said N word determin- 
ing means for backtracking through the beam search 
path having the greatest likelihood score to obtain a 
word string having a greatest likelihood of correspond- 
ing to the received speech utterance ; and a means for 
« outputting said word string. In accordance with a specific 
embodiment of the invention, this system is a provided 
by a processor running a program stored that is stored 
in and retrieved from a connected memory. 

20 Brief Description of th« Drying 

[0009] Fig. 1 is a block diagram of system including a 
speech recognition apparatus according to the inven- 
tion. 

25 [00105 Pig 2 is a flow diagram of a prior art energy 
level triggered speech recognition method. 
[0011] Fig. 3 is a flow diagram of an energy and rec- 
ognition based speech recognition method, 
[001 2] Fig. 4 is a flow diagram of a recognition based 
30 speech recognition method for outputting partial results 
of an utterance. 

Detailed Description 



35 I 00 ™} Referring now to Fig. 1, a block diagram of an 
arrangement 10 for using a system 1 02 according to the 
present invention is shown. 

{0014] The system 1 02 has a processor 1 04 which fol- 
lows programs stored in memory 106. Multiple instanc- 
40 as of system 102 may be implemented on one circuit 
board, thereby providing multiple channels for speech 
recognition. Memory 106 includes all types of memory 
e g, ROM, RAM and bulk storage, to store the speech 
recognition program and supporting data. The system 
45 1 02 continuously takes in data from telephone network 
80, divides the data into time frames and then processes 
each time frame to provide numerous characteristics 
and coefficients of the received input signal to be ana- 
lyzed by speech recognition methods provided by the 
so processor and its stored programs. As mentioned in the 
background, these speech processing techniques in- 
clude hidden Markov models (HMMs) and beam search 
techniques. 

[0015] Figure 2, as mentioned in the background, 
shows a known method 200 for speech recognition. The 
method 200 can be implemented for use on the system 
102 shown in Fig. 1. 

[001 6] Referring now to Figs. 1 and 3, another method 
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that could be implemented using Ihe system 102 is 
shown. Method 300 is a method according to the 
present invention Method 300 starts wrth step 302 in 
which a determination is made whether or not energy 
that may be speech has been received by the system 
102. If the determination is no energy which may be 
speech has been received, then step 302 is repeated 
for the next period of time. Thus, step 302, like step 202 
in Fig. 2, requires a time framing process to continuously 
frame the signals received from the telephone network 
80. Often these frames will be empty or have only noise 
signals. In such cases, the energy level is low and so 
step 302 wilt not consider an empty or low energy level 
frame as speech to be recognized. If there is a greater 
amount of noise or someone making sounds or some 
kind of utterance, such as coughing, breathing or talk- 
ing, step 302 will determine mat enough speech energy 
is present to start speech recognition processes and the 
speech recognition process begins. Next, step 304 se- 
quentially toads the latest time frame: if this is just the 
beginning this is the first frame. After the first frame, step 
304 wi II sequentially load all the time frames until speech 
processing of the present utterance is completed. After 
loading in step 304, each frame has its features extract- 
ed and stored at step 306. This feature extraction is typ- 
ical feature extraction. 

[0017] In step 308 the features extracted are com- 
pared to models, such as hidden Markov models, of 
words and word sequences of the predetermined gram- 
mar. As the extracted f eatu res are compared to the word 
models that are active, likelihood scores are compiled 
in step 306. Step 310 takes the active node model 
scores and performs dynamic programming to build a 
word network of possible word sequences that the ut- 
terance being recognized could be. This dynamic pro- 
gramming uses a Viterbi algorithm in its operation Once 
the dynamic programming for the present frame is com- 
pleted, a beam search is performed at step 312. This 
beam search prunesaway unlikely word sequences and 
extends likety word sequences and stores an updated 
active word list. Next, step 314 updates a decoding tree 
built to provide at the end of the utterance the most likely 
word sequence corresponding to the utterance. After 
step 314, the method 300 operates with two parallel 
paths. Both paths are active and are both looking for 
and end of the utterance according to their respective 
definitions of an end of an utterance. 
[001 8] Step 320 determines if a first word of the pre- 
determined grammar has been recognized within the ut- 
terance. This determination is speech recognition 
based, not energy based. This determination is made 
by examining the viable word sequences contained in 
the decoding tree by traversing through pointers that are 
associated with non-silence nodes of the decoding tree. 
It is determined that the first word has been spoken if all 
the viable paths contain at least one non-silence word 
that is in the predetermined grammar. If a first word of 
the grammar has been spoken, then a speech recogni- 



tion based barge-in is declared and any aural prompt is 
disabled at step 322. II this is not the first word or if the 
next step is after first word process step 322, method 
300 progresses to step 324. It is worth noting that the 

s recognition based barge-in of steps 320 and 322 is slow- 
er in the absolute sense than energy detection methods, 
however, for words or sounds that are not part of the 
predetermined grammar speech recognition based 
barge-in is more reliable. This improved barge-in relia- 

io bility means the aural prompt, which is stopped for a 
barge-in. will not be stopped tor coughs, side conversa- 
tions or other sounds that are not related to the expected 
response to the aural prompt. Thus, a speaker will not 
be confused and slowed down by an aural prompt inad- 

is vertently stopped by stopped by some sound that is oth- 
er than true barge-in speech. 

[0019} At step 324 a respective count of the number 
of words in the most likely word sequences are made, 
in step 324 the decoding tree contents for the present 

zo frame and counts the number of words of alt the viable 
word sequences is examined. This examination is per- 
formed by examining the viable word sequences con- 
tained in the decoding tree and then traversing through 
pointers that are associated with non-silence nodes of 

25 the decoding tree. It is determined that n words have 
been spoken if each of the word sequences in the de- 
coding tree has exactly n words in its respective se- 
quence. However, if at least one of the viable word se- 
quences has other than n words then the examination 

30 does not conclude with a word count n for the present 
frame. When a word count of n is reached a word count 
n with a maximum word count N. If the count of n is equal 
to N, the maximum expected number of words in the 
sequence, then the speech processing of the utterance 

35 is declared to be completed and backtracking is started 
in order to output the most likely word sequence. The 
outputthg of the most likely word sequence of N words 
ends the task of recognizing the present utterance. The 
speech recognition based utterance termination saves 

40 approximately one second for every word sequence 
processed with no detrimental effect on accuracy of the 
result. 

[0020] Running in parallel with steps 320-324 is step 
330, which measures the gap time between the last 

45 frame containing significant energy and the present 
empty frame. If that gap time is exceeded, that means 
the utterance stopped before the expected number of 
words, N, were recognized. If the gap time is determined 
before the N th word is determined, then step 330 de- 

so ctares the utterance completed and backtracking to out- 
put the most likety word sequence is started. Typically, 
tn method 300 a gap time termination will signify an er- 
ror, but the output of the recognizer may be accepted or 
read back to the utterer by means of a speech synthe- 

ss saer (not shown), Examples of N, would be long dis- 
tance telephone numbers, and the 16 digits on most 
credit cards. 

[0021] Referring now to Fig. 4, another embodiment 
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of the invention is shown. Method 400 is very similar to 
method 300. Steps 402-41 4 of method 400 are substan- 
tially identical to steps 302-314 of method 300 and so 
wRI not be further discussed. 

[0022] After decoding tree updating step 4 1 4, method 
400 splits into two parallel paths as method 300. Step 
421 examines the decoding tree contents for the present 
frame and counts the number of words of all the viable 
word sequences. This examination is performed by ex- 
amining the viable word sequences contained in the de- 
coding tree and tfien traversing through pointers that are 
associated with non-silence nodes of the decoding tree. 
It is determined that n words have been spoken if each 
of the word sequences in the decoding tree has exactly 
n words in its respective sequence, However, if at least 
one of the viable word sequences has other than n 
words then the examination does not conclude with a 
word count n tor the present frame. When a word count 
of n is reached by step 421 the word count n is outputted 
for use by step 424, and method 400 continues to step 
424. At step 424 the word count n is compared with 1 
and with a maximum word count N. The comparison with 
1 is very similar to step 320 of method 300 in that if a 
first word has been spoken and the present word is the 
first word, then a speech recognition based barge-in is 
declared and any aural prompt is disabled at step 426. 
If at step 424 the word count n comparison shows n is 
greater than 1 but Jess than N then a vafid word subse- 
quence or group exists, otherwise agreement on n 
would not exist and an indeterminate n would be the re- 
suit of step 421 and method 400 would return to step 
404.The advantage of this part of the method is that for 
the ten word longdistance telephone number or sixteen 
word credit card number as soon as the first three or 
four words have stabilized, they are available for output 
before the end of the word sequence. These three, four, 
or even seven word groups can be outputted before the 
entire utterance and entire speech recognized word se- 
quence is completed, Thus, area codes, area codes and 
exchanges, or credit card company access lines could 
be accessed and awaiting the rest of the word sequence 
when It is completed. This allows pipelining of data rec- 
ognized during early portions of an utterance to be used 
immediately and the rest of the utterance to complete 
the pipelined use when rt arrives. After either step 426 
or step 427, method 400 returns to step 404 to process 
the next time frame of data until the end of the utterance 
is attained. 

[0023] If the result of step 421 is a word count n=N, 
then the maximum count of words for the utterance has 
been reached and speech recognition can stop process- 
ing and start backtracking to find the most word se- 
quence that corresponds to the utterance. When n^N 
this backtracking can begin immediately, there is no 
need to wait for the one to one and one-half seconds 
used by the energy detecting decision making in order 
to conclude that the utterance is completed The reason 
that the wo?d counting works is that if the correct number 



of words have been recognized, then processing can 
end and backtracking for the most likely answer begin 
[0024] It is worth noting that a partial word sequence 
can also be used with a look-up table to change the max- 
s imurn word count N where that is appropriate. For ex- 
ample, if one credit card company has a non-standard 
number of words in its word sequence, then recognition 
of a partial word sequence indicating one of that credit 
card company's accounts will cause the method 400 to 
w change the maximum word count N accordingly - before 
the last word of the utterance is reached, in a similar 
manner for telephone prefixes, a prefix that is not and 
area code or exchange can be used to change from the 
usual ten digit area code and local number to a maxi- 
* 5 mum word count that is larger or smaller as the need 
may arise. Further, partial word sequences that are 
clearly not area codes or prefixes but could be credit 
card company designators can be used to shift function 
from telephone number recognition to credit card 
20 nuf *er recognition. The opposite switching from credit 
card number taking f unct ion to telephone number taking 
can also be provided. For such switching, the maximum 
word count N typically has to be changed. 
[0025] Method 400, as method 300, has an energy 
25 tesed daemon making branch running in parallel with 
steps 421-427. Step 430, measures the gap time be- 
tween the last frame with significant energy n it and the 
present empty frame, tf this gap time is exceeded, then 
the utterance has stopped before the expected number 
so of words, n. were recognized. If the gap time is deter- 
mined before the n th word is determined, then step 430 
declares the utterance completed and backtracking to 
output the most likely word sequence is begun. Typical- 
fy, in method 400 an energy based gap time termination 
35 will signify an error, but the output of the recognizer may 
be accepted for use or read back to the speaker by 
means of a speech synthesizer (not shown), as appro- 
priate. 

[00261 At the end of method 400, determined either 
40 s P e «ch recognition or energy detection, a backtrack- 
ing operation is performed on the decoding tree to obtain 
the most likely word sequence that corresponds to the 
input utterance, and that word sequence is outputted bv 
method 400. 

« [0027] Thus, it will now be understood that there has 
been disclosed a faster speech recognition method and 
apparatus through the use of word counting. This faster 
speech recognition method and apparatus can output 
partial word sequences for parallel or pipeliningof tasks 
so associated with the speech recognition. Further, this 
method and apparatus can provide more reliable barge- 
in operation for voice response systems. 

& Claims 

1 . A method for speech recognition of comprising the 
steps of: 
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a. determining if a speech utterance has start- 
ed, if an utterance has not started then return- 
ing to the beginning of step a. otherwise con- 
tinuing to step b; 

b. getting a speech frame that represents a s 
Irame period that is next in time; 

c. extracting features from the speech frame; 
a using the features extracted f rom the present 
speech frame to score word models of a speech 
recognition grammar; 10 

e. dynamically programming an active network 
of word sequences using a Viterb! algorithm;; 

f. pruning unHkely words aid extending likely 
words to update the active network; 

g. updating a decoding tree; 15 

h. determining a word count n for this speech 
frame of the speech utterance 

t. examining n and if the word count is equal to 
one disabling any aural prompt and continuing 
with step b.> if the word count n is greater than 20 
one but less than a termination count N contin- 
uing with step j; and if the word count n is at 
least equal to the termination count N continu- 
ing with step 1 ; 

j. determining if n words have been determined 
as recognized by each of the word counts and 
if n words have not been determined as recog- 
nized then returning to step b and if n words 
have been recognized outputting the n words 
and returning to step b;. otherwise continuing &> 
to step 1: 

k. determining if the partial word sequence cor- 
responds to a word sequence requiring a differ- 
ent maximum word count and if a different 
maximum word count is required adjusting the & 
maximum word count N to the different maxi- 
mum word count, 

I. determining if the end of the utterance has 
been reached by determining if the word count 
of each of the presently active word sequences **> 
is equal to the same termination count N and if 
each of the word counts of the presently active 
word sequences is equal to N then declaring 
the utterance ended and continuing to step n, 
otherwise continuing to step rn; 45 
m. determining tt there has not been any 
speech energy for a prespsctfled gap time and 
if there has not been any then declaring the ut- 
terance ended and continuing to step n, other- 
wise returning to step b; 30 
n. backtracking through tie various active word 
sequences to obtain the word sequence with 
the greatest likelihood of matching the utter- 
ance; and 

o. outputting the string corresponding to the & 
word sequence with the greatest likelihood. 

2. The method of ciaim 1 , wherein step h further com- 



prises: 

examining all viable word sequences contained 
in the decoding tree for the present speech 
frame: 

traversing through pointers that are associated 
with non-silence nodes of the decoding tree; 
and 

counting a number of words of all the viable 
word sequences, 

X The method of ciaim 1 , wherein said first word rec- 
ognized must be a word found in a pre -specified 
grammar. 

4. The method of claim 1 , wherein the partial word se- 
quence requiring a different maximum word count 
is a telephone number prefix 

5. The method of claim 1 t wherein the partial word se- 
quence is part of a credit card account number 

6u Apparatus for speech recognition comprising 
means arranged to carry out a method as claimed 
in any of the preceding claims. 
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